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Our Implementing Cisco Advanced Call Control and Mobility Services study question has high quality. So there is all effective and
central practice for you to prepare for your test. With our professional ability, we can accord to the necessary testing points to edit
300-815 exam questions. It points to the exam heart to solve your difficulty. So high quality materials can help you to pass your
exam effectively, make you feel easy, to achieve your goal. With the 300-815 Test Guide use feedback, it has 98%-100% pass
rate. That’s the truth from our customers. And it is easy to use for you only with 20 hours’ to 30 hours’ practice. After using the
300-815 test guide, you will have the almost 100% assurance to take part in an examination. With high quality materials and
practices, you will get easier to pass the exam.

How can our 300-815 practice materials become salable products? Their quality with low prices is unquestionable. There are no
better or cheaper practice materials can replace our 300-815 exam questions as alternatives while can provide the same functions.
The accomplished 300-815 Guide exam is available in the different countries around the world and being testified over the
customers around the different countries. They are valuable acquisitions to the filed.
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DumpsFree
If you want to pass the Implementing Cisco Advanced Call Control and Mobility Services exam as shortly as possible, we will
provide you the 300-815 exam dumps to help you to pass it. You only need to practice the Implementing Cisco Advanced Call
Control and Mobility Services exam dumps for adot 20 to 70 hours, you can pass it successfully. Our Implementing Cisco
Advanced Call Control and Mobility Services exam braindumps will save your time as well as improve your efficiency. Since the
skilled professionals will guide you through you practice 300-815 the exam dumps.

Cisco 300-815: Implementing Cisco Advanced Call Control and Mobility
Services Exam Certification Path
The Exam is associated with the CCNP Service Provider and the Certifications of Cisco Accredited Professional-Service Provider
VPN Services Implementation. This is the official condition for this examination. The course, Integrating Cisco Service Provider
VPN Services, however, helps candidates to prepare for the test and is highly recommended.

Official Courses for Cisco 300-815 Exam Preparation
Before taking the exam, you have to master all the above topics. The most rational way to do this is by adopting
corresponding Cisco training. These are three programs you can apply for:

Implementing and Understanding Cisco Advanced Call Control and Mobility Services (CLACCM)

During this official course, you will get solid knowledge about how to utilize CU-CM features to simplify the communications
system into a modular, lightweight, and reliable collaboration approach. You will also learn about several other features, such
as Globalized Call Routing, Cisco Extension Mobility, Cisco Unified Mobility, and many others. Using this course as your
guide will bolster your studies for the test. The training is offered in three forms: 5 days of instructor-led classes, 5 days of
virtual sessions, or a set of E-learning tools and materials equivalent to 5-day preparation.

Understanding Cisco Collaboration Foundations (CLFNDU)

This is one more training course that would make you ready for this test. It provides you with all the information you need to
know to maintain a simple Cisco Unified Communications Manager and handle the Session Initiation Protocol (SIP) gateway.
It encompasses preliminary settings, the management of systems, customer management, media services management, as well
as tools used for troubleshooting and maintenance of CU Communications solutions. This program also has a duration of 5
days regardless of its format, which includes the options such as instructor-led, virtual classroom, and E-learning.

Implementing and Operating Cisco Collaboration Core Technologies (CLCOR)

If you start from the very beginning, it’s better to first enroll in training for the core test. It lets you prepare for the Cisco
CCNP Collaboration from scratch, covering the most basic concepts. During it, you'll prepare for advanced-level positions
based on Cisco collaboration technologies deployment and service. You will also acquire the expertise and skills one needs to
have to install and deploy common collaboration and networking technologies. Also, it is focused on the areas like
configuration, call management, service quality, and other Cisco collaboration applications. It can be followed as 8-day
sessions guided by an instructor, 8-day virtual training, or E-learning.

Cisco Implementing Cisco Advanced Call Control and Mobility Services
Sample Questions (Q210-Q215):
NEW QUESTION # 210 
Refer to the exhibit.
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Refer to the exhibit. An administrator configured a new SIP trunk between Cisco UCM and Cisco Unified Border Element. Calls
that use this new trunk are failing, and debugs from the Cisco Unified Border Element do not show any signaling received from Cisco
UCM. The administrator verified that OPTIONS is enabled on the SIP profile configured on the trunk on Cisco UCM. The route
pattern matched for this call is correctly configured to send calls to the Cisco Unified Border Element using this new trunk. What is
the cause of this failure?

A. The calling search space on the calling line/device does not contain the partition of the route pattern
B. A connectivity issue between Cisco UCM and Cisco Unified Border Element prevents Cisco UCM from receiving a
response to the OPTIONS it is sending to Cisco Unified Border Element
C. There are multiple matches for the dialed number, and Cisco UCM is trying to send the call to SEP2834A2824611 rather
than Cisco Unified Border Element
D. The called party number is not complete because it contains only 7 digits

Answer: B

NEW QUESTION # 211 
An administrator is implementing a new dial-plan on Cisco Unified Border Element. The administrator must ensure that incoming
dial-peers are matched based on the IP address from where the incoming request originates. Which dial-peer configuration should
be applied to accomplish this requirement?



A. incoming uri to
dial-peer voice 1 voip
B. dial-peer voice 1 voip
incoming uri via
C. dial-peer voice 1 voip
incoming called-number
D. dial-peer voice 1 voip
incoming uri request

Answer: B

NEW QUESTION # 212 
Refer to the exhibit.

In an active SIP call between phone user A and phone user B, phone A initiates a call transfer to phone user C.
Which two scenarios are correct? (Choose two.)

A. Phone_B sends a SIP-REFER message to the Cisco Unified CM with Phone_C information in the Refer-To section.
B. Phone_A sends a SIP-REFER message to the Cisco Unified Communications Manager with Phone_C information in the
Refer-To section.
C. As soon as Phone_A presses the Transfer button for the first time, Phone_B hears the music on hold and the MOH audio
is chosen from Phone_A Network Hold MOH Audio Source settings.
D. As soon as Phone_A presses the Transfer button for the first time, Phone_B hears the MOH and the MOH audio is
chosen from Phone_B User Hold MOH Audio Source settings.
E. As soon as Phone_A presses the Transfer button for the first time, Phone_B hears the MOH and the MOH audio is
chosen from Phone_A User Hold MOH Audio Source settings.

Answer: B,C

NEW QUESTION # 213 
An engineer is configuring a call park feature in Cisco Unified Communications Manager Express. Which command does the
engineer use to ensure that the call is reverted to the user after 60 seconds?

A. R2(config-ephone-dn)#park reservation-group 1
B. R2(config-ephone-dn)#park reservation-group 60
C. R2(config-ephone-dn)#park-slot timeout 30 limit 2 recall alternate 3002
D. R2(config-ephone-dn)#park-slot timeout 60 limit 2 recall alternate 3002

Answer: D

Explanation:
Section: Cisco Unified CM Call Control Features

NEW QUESTION # 214 
Refer to the exhibit.



Users report that outbound PSTN calls from phones registered to Cisco Unified Communications Manager are not completing. The
local service provider in North America has a requirement to receive calls in 10-digit format. The Cisco Unified CM sends the calls
to the Cisco Unified Border Element router in a globalized
E.164 format. There is an outbound dial peer on Cisco Unified Border Element configured to send the calls to the provider. The dial
peer has a voice translation profile applied in the correct direction but an incorrect voice translation rule applied, which is shown in
the exhibit. Which rule modified DNIS in the format that the provider is expecting?

A. rule 1 /
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