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If'you have been very panic sitting in the examination room, our 300-815 actual exam allows you to pass the exam more calmly and
calmly. After you use our products, our 300-815 study materials will provide you with a real test environment before the 300-815
Exam After the simulation, you will have a clearer understanding of the exam environment, examination process, and exam outline.
And our 300-815 learning guide will be your best choice.

Cisco 300-815 (Implementing Cisco Advanced Call Control and Mobility Services) is a certification exam designed for IT
professionals who want to validate their skills and knowledge in advanced call control and mobility services. 300-815 Exam s one
of the four concentration exams required to earn the Cisco Certified DevNet Professional certification.
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Cisco 300-815 Latest Cram Materials - Implementing Cisco Advanced Call
Control and Mobility Services Realistic Exam Training Pass Guaranteed

Quiz

As the saying goes, practice makes perfect. We are now engaged in the pursuit of Craftsman spirit in all walks of life. Professional
and mature talents are needed in each field, similarly, only high-quality and high-precision 300-815 practice materials can enable
learners to be confident to take the qualification examination so that they can get the certificate successfully, and our 300-815
learning materials are such high-quality learning materials, it can meet the user to learn the most popular test site knowledge. Because
our experts have extracted the frequent annual test centers are summarized to provide users with reference. Only excellent learning
materials such as our 300-815 practice materials can meet the needs of the majority of candidates, and now you should make the
most decision is to choose our products.

Preparing for the Cisco 300-815 Exam requires a conprehensive study plan and a deep understanding of the exam topics. Cisco
offers a range of resources to help mdividuals prepare for 300-815 exam, including official study guides, e-learning courses, and
practice exans. Additionally, there are numerous third-party resources available, including books, video courses, and study groups.

Cisco Implementing Cisco Advanced Call Control and Mobility Services
Sample Questions (Q162-Q167):

NEW QUESTION # 162

An engineer must configure a secure SIP trunk with a remote provider, with a specific requirement to use port
5065 for inbound and otubound traffic. Which two items must be configured to complete this configuration?
(Choose two.)

e A. Incoming Port in Security Information of the SIP Profile configuration.
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B. Destination Port in SIP Trunk Security Profile configuration

C. Incoming Port in SIP Information section of the SIP Trunk configuration.
D. Incoming Port in SIP Trunk Security Profile configuration

E. Destination Port in SIP Information section of the SIP Trunk configuration

Answer: D,E

NEW QUESTION # 163
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Refer to the exhibit. An administrator is troubleshooting a situation where a call placed from a phone registered to Cisco Unified
Communications Manager does not complete. The administrator wants to use the Dialed Number Analyzer on Cisco Unified CM to
check which translation pattern the call is matching. However, when logging in to Cisco Unified Serviceability there is no option for
Dialed Number Analyzer under the tool menu.

Which two steps must be performed to resolve this issue? (Choose two.)

A. Activate the Cisco Dialed Number Analyzer Server service.
B. Activate the Cisco CallManager service.

C. Restart the subscriber

D. Activate the Cisco Dialed Number Analyzer service.

E. Activate the Cisco Extended Functions service.

Answer: A,D

Explanation:
Section: Call Control and Dial Planning

NEW QUESTION # 164
Refer to the exhibit.
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Users report that outbound PSTN calls from phones registered to Cisco Unified Commumications Manager are not completing. The
local service provider in North America has a requirement to receive calls in 10-digit format. The Cisco Unified CM sends the calls
to the Cisco Unified Border Element router in a globalized E.164 format. There is an outbound dial peer on Cisco Unified Border
Element configured to send the calls to the provider. The dial peer has a voice translation profile applied in the correct direction but
an incorrect voice translation rule applied, which is shown in the exhibit. Which rule modified DNIS in the format that the provider is

expecting?
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What's more, part of that Prep4away 300-815 dumps now are fiee: https/drive.google.com/open?id=1ar-
PKdQS 8KrdNPoj6BQ7U2qRcQDp9Dg
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